
Cisco 300-080 Exam 

 

                             Leading the way in IT testing and certification tools, www.examkiller.net 

Volume: 118 Questions  

 

 

Question No : 1 

During a conference that is hosted on a Cisco TelePresence Server, which three circumstances 

determine that some participants do not have video, but they do have audio? (Choose three.)  

 

A. The participants have no video component.  

 

B. No free screen licensing ports are available.  

 

C. No video ports are available in a slave Cisco TelePresence Server configuration.  

 

D. The maximum number of participants is exceeded.  

 

E. In all Cisco TelePresence deployments, some participants are connected only via audio.  

 

F. No video ports are available in a single Cisco TelePresence Server configuration.  

 

Answer: B,C,F  

 

 

Question No : 2  

To maintain proper database integrity, what is the recommended maximum round-trip delay between 

multiple Cisco VCS appliances in a cluster?  

 

A. 10 ms  

 

B. 15 ms  

 

C. 25 ms  

 

D. 30 ms  

 

E. 50 ms  

 

F. 80 ms  

 

Answer: D  

 

 

Question No : 3  

Refer to the exhibit.  
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Assume a centralized Cisco Unified Communications Manager topology with the headquarters at RTP 

and remote located at the U.K. All route patterns are assigned a route list that contains a route group 

pointing to the local gateway. RTP route patterns use the RTP gateway, and U.K. route patterns use the 

U.K. gateway.  

When a U.K. user logs into an RTP phone using the Cisco Extension Mobility feature and places an 

emergency call to 0000, which statement about the emergency call is true?  

 

A. The call will match the U.K_Emergency route pattern partition and will egress at the RTP gateway.  

 

B. The call will match the U.K_Emergency route pattern partition and will egress at the U.K. gateway.  

 

C. The call will match the RTP_Emergency route pattern partition and will egress at the RTP gateway.  

 

D. The call will match the RTP_Emergency route pattern partition and will egress at the U.K. gateway.  

 

E. The call will fail.  

 

Answer: B  

 

 

Question No : 4  

Refer to the exhibit.  
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The exhibit shows the output of debug isdn q931. An inbound PSTN call was received by a SIP gateway 

that is reachable via a SIP trunk that is configured in Cisco Unified Communications Manager. The call 

failed to ring extension 3001. If the phone at extension 3001 is registered and reachable through the 

gateway inbound CSS, which three actions can resolve this issue? (Choose three.)  

 

A. Change the significant digits for inbound calls to 4 on the SIP trunk configuration in Cisco Unified 

Communications Manager.  

 

B. Configure the digit strip 4 on the SIP trunk under Incoming Called Party Settings in Cisco Unified 

Communications Manager.  

 

C. Configure a translation pattern in Cisco Unified Communications Manager that can be accessed by the 

trunk CSS to truncate the called number to four digits.  

 

D. Configure a called-party transformation CSS on the gateway in Cisco Unified Communications 

Manager that includes a pattern that transforms the number from ten digits to four digits.  

 

E. Configure a voice translation profile in the SIP Cisco IOS gateway with a voice translation rule that 

truncates the number from ten digits to four digits.  

 

F. Configure the Cisco IOS command num-exp 2288223001 3001 on the gateway ISDN interface.  

 

Answer: A,C,E  

 

 

Question No : 5  

Refer to topology and Exhibits below:  
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From the perspective of the Cisco Unified Communications Manager, what is the status of the MGCP 

gateway?  

 

A. registered  

 

B. unknown  

 

C. registering  

 

D. initializing  

 

Answer: C  

 

 

Question No : 6  

You configured a Cisco ISR G2 as a SIP gateway, but the gateway does not show that it is registered with 

Cisco Unified Communications Manager. What is causing this issue?  

 

A. Cisco Unified Communications Manager does not support SIP gateways.  

 

B. The gateway does not have the UC license installed.  

 

C. The gateway does not have Cisco Unified Border Elementsession licensing.  

 

D. Cisco Unified Communications Manager does not show a SIP gateway as registered if it is not properly 

configured.  

 

E. Cisco Unified Communications Manager never shows a SIP gateway as registered even when it is 
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properly configured.  

 

F. The CiscoISR G2 cannot be a SIP gateway.  

 

Answer: E  

 

 

Question No : 7 

Refer to the exhibits.  

 
Assume that all learned SAF routes are placed in the SAF_Pt partition. The 3XXX directory number 

pattern is being advertised by a remote cluster and is also being blocked by the local cluster that is shown 

in the exhibit. An IP phone is attached to the local cluster and is configured with a CSS that contains the 

following partitions: SAF_Pt and Internal_Pt in this order. When the IP phone places a call to 3001, what 

will occur?  

 

A. The call will succeed and will be placed via the SIP_Trunk.  

 

B. The call will fail because it will be blocked by the CCD Blocked Learned Route configuration.  

 

C. The call will be placed in a round-robin fashion between the SAF network and SIP_Trunk.  

 

D. The call will placed in a round-robin fashion between the SAF network and SIP_Trunk. Every other call 

will fail.  
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Answer: A  

 

 

Question No : 8  

Users are complaining of problems when they make SIP calls by dialing URIs. To help users complete 

calls, what must you do?  

 

A. Adjust the URI lookup policy to case desensitive.  

 

B. Adjust the URI lookup policy to case sensitive.  

 

C. Adjust the URI lookup policy to case insensitive.  

 

D. Adjust the URI lookup policy to case nonsensitive.  

 

Answer: C  

 

 

Question No : 9  

When a caller dials 9 plus an external seven-digit number, the caller hears a fast-busy tone after a period 

of silence. What is causing the silence?  

 

A. There is no dial route for 9XXXXXXX on Cisco Unified Communications Manager.  

 

B. The gateway is not dropping the leading 9, and the PSTN fails.  

 

C. The T302 timer is waiting to expire.  

 

D. The caller does not have the PSTN partition in the CSS.  

 

E. The caller dialed the wrong number.  

 

F. To dial successfully, the caller must enter a Forced Authorization Code.  

 

Answer: C  

 

 

Question No : 10  

Refer to the exhibit.  
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A new phone was installed and currently has issues registering with Cisco Unified Communications 

Manager. The phone received its IP address via DHCP, with options 3 Which two actions would enable 

the phone to download its configuration automatically? (Choose two.)  

 

A. Change the phone URL parameters to IP addresses.  

 

B. Provide DHCP option 6 to the phone via DHCP.  

 

C. Reboot the phone.  

 

D. Change the VLAN that the phone isassigned to.  

 

E. Manually assign the phone settings.  

 

F. Provide DHCP option 15 to the phone via DHCP.  

 

Answer: A,B  

 

 

Question No : 11  

In Cisco Unified Communications Manager, what is the default maximum number of learned patterns for 

the call control discovery feature parameter?  

 

A. 5000  

 

B. 10000  

 

C. 20000  

 

D. 500  

 

E. 50000  

 

Answer: C  
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Question No : 12  

After an IP Phone gets IP address information from DHCP, what is the next step in the initialization 

process?  

 

A. CTL and ITL files are downloaded.  

 

B. The phone requests its VLAN information.  

 

C. The DHCP offer is sent from the phone  

 

D. The TFTP server is contacted for configuration information.  

 

E. Nothing else is required, the phone is operational at this stage  

 

Answer: D  

 

 

Question No : 13 

Refer to topology and Exhibits below: 
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